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RFC3261: SIP: Session Initiation Protocol

RFC2327: SDP: Session Description Protocol

RFC1889: RTP: ATransport Protocol for Real-Time Applications

RFC2833: RTP Payload for DTMF Digits, Telephony Tones and Telephony Signals

RFC3489: STUN - Simple Traversal of User Datagram Protocol (UDP) Through Network Address Translators (NATS)
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